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FL1 Trunk PBX-Kompatibilitat
Cisco CUBE (Cisco Unified Border Element)

CUBE-spezifische Konfiguration

CUBE Liechtenstein

rrier
o Authenticated trunk (see dial-peer’s voice class ‘tenant’)
« Public SIP Server (rather than local e58C)

* UDP (rather than Tc?)

* SIP Server Port 5083 (rather than 5060}

« supported codecs: 6,711 a-law and u-law, 6722

* Uisten Port " (rather than port 5060)

cucm subscribers

CUCM Number format
fn-and Outhound: +£164 (+423..)
Far both, calied and calling number

Route Group: RG_
Uechtenstein

P Trunk: ST _cuBe03
|+ BwTe Required
|+ MTP Preferred Orginating Codec = glaw
|+ 10 Port

« significant digits: All ‘
: . Fiter-PSTH-Inbound.Calls_Stepl
offer=0n

CUBE-03

See page ‘Media Resources’ for
MRGL detatls

CUCM Translation Patterns:

\W23E L Ueehtenstein
\ea23 Uechtenstein

. cibeos
2951, PVDM 32

voice service veip

voice class servar-group 400
description = CUCM Subscribers +=+
hunt-scheme round-robin

d,.b*

Tva 103 port a6
4pva 10. port 5860

et 16 N e st (pencyen ot )
ipva 10. port 5060

voice class server-grouj
descriotion *** FL1 SIP Ser"ver LI
ipvd SDCSIPDXII  port 5083

| toFL1 5B Server
Lusep,

("Send egress calls and 5P options

rtcp keepalive
address-hiding
e it i capacity 20
media statistics
allou-connections sip to sip
o supplementary-service sip refer
supplenentary-service media-renegotiate

voice class e164- pnurn map 400
description *** To

ls L Lo
€164 #4231 3 L
€164 +423 S ! TEST Range

(m,. SR ]
s

voice class uri 488 sip
10.

[ rom cucm to cuse
{mateh on ingress cals) |

0.
host 1pvd:10..

10,
voice class codec 498
codec preference 1 g7llalaw
codec preference 2 g711ulaw
codec preference 3 g722-64
10, *
e int gig 051 dial-peer voice 400 voip
5] ¢ UCH <> CuBE | description *** CUCH «.> CUBE "=+
o 10, 10. rtp payload-type comfort-noise 13
S) el —B session protocol sipv2
IR/UCCX = session transport tcp

dtaf-relay rtp-nte
huntstop

session server- Reand 400

destination el tern.
ing uri via

voice-class codec m

voice-class sip options-keepalive profile 460

voice-class sip profiles 400

voice-class sip copy-list 488

A

veice class sip-options-kespalive 400
*** Cptions-Ping to CUCH **=

up-interval 15
retry 3

ry
transport tcp

voice class sip-profiles 400

request ANY sip-header Cisco-Guid remove

response ANY sip-header Cisco-Guid remove

request ANY sip-header P-Preferred-Identity remove
request ANY sip-header Privacy remove

fax protocol pass-through g7ilalaw
i

voice class el64-pattern-map 200
description *** To PSTH Liechtenstein *=*

sip
min-se 360 session-expires 1803
session refresh

header-passin
S Not displayed/configured:
privacy pstn =Media flow-trough

(Default, Routes RTP.

early-offer forced re-negotiate | | il

midcall-signaling passthru
privucy pﬁl:y passthru
pri:

around)
1P address trusted list (not

cy send-always
Pm_tm e o b
listen-port non-secure 1P addresse

ice class uri 200 sip
host ipva:sbe5.Ipbx.Il AT AT
from PSTN to CUBE
{mateh on ingress calls)

S )

are
| outo mmn, osed) )

)

voice class codec 208

codec preference 1 g71lalaw
codec preference 2 g71lulaw
codec preference 3 g722-64

‘ ip reute 80.66.238.0 255.255.255.0 1e.

[ acL_szp-Trunk-Lischtanstain-FLL (see separate page)

" ]

veice 200 voip

description ot FUL SIp-Server <o CUBE *ve
rtp payload-type comfort-noise 13

session protocol sipv2

session transport udp

dtmf-relay rtp-nte

no vad

session server=grouj
destination -L“»p"nrn map 200

[REaAgard AF 208 =
voice-class codec 208

voice-class sip options-keepalive profile 260
voice-class sip profiles 206

voice-class sip tenant 200

translation-profile incoming 208_Globalize-to-PlusE16d
translation-profile oUTOINg 200_Localize-to-National LT

i ‘

* Mo SIP Bind on purpose (not required)

v

interface GigabitEthernate/2
description ==+ CUBE <-> FL1 Router =+~

B ip address 10, 255.255.255.252
ip access-group ACL_SIP-Trunk-Lischtenstein-FL1 in
voice translation-profile 209

translate called 201 T —
¢ format to )
translate calling 201 (164 fonut to M)

voice translation-rule 201
rule 1 /*08/ /+/

voice translation-prafile 200_Lecalize
< translate called 202 ‘
translate calling 262 X

voice translation-rule 202
rule 1 /\ed23/ [/

voice class sip-options-keepalive 260

description *** Options-Ping to FL1 SIP Server ***
down-interval 15

up-interval 180

retry
transport udp

rule 2 /\+/ /00

voice class sip-profiles 208

request INVITE veer header sip P-Asserted-Identity copy “(. ')9
request INVITE add "

et DOTTE sl haatar rom ooy =
request INVITE sip-header Call-I0 m )" uds
request INVITE sip-header P-Asserted- mmmy modify "
request INVITE sip-header P-Asserted-Identity modify "
request ANY sip-header Remote-Party-T0 remove
request ANY sip-header Resource-Priority remove
request ANY sip-header Cisco-Guid r

esponse ANl sip-header Cisco-Guid r

request INVITE sip-header P-Preferred-Tdentity remove

Y uo3

= \uB7@\uBs>"
@ " <sip:\uB3g”

[Authenticate and register o Fi Server

+ DN format (=21 convolp) of sip server mostly mandatory (ip sddress,
80.66.236.246, wilnot work]

Part 5083 5 being used by FLL, rather than 5060

‘connection-reuse’ got set 50 that CUBE uses anly its listening port Tas source

voice class sip-copylist 490
cip-header P-Asserted-Identity

(Com PR Trom CUCW caTTog
[ o cssecaeg putere
\ gets modified in sip-profile) /

voice class tenant 2

083 expires 3600

W password @ xyz realm §.convoip
0 password s xyz reala — cnnuup.u

" convoip.11:5083

no pass-thru content custom-sdp

port for SIP registration and SIP options, rather than its eph
32768 - 61000, Consequently al replys wil be rece
can getlocked down o port BN rather than the whole epherneral port range.
‘. password 0 . (unencrypted) used for intial configuration only > this wil
change automatically to -.password 7 .. (Nidden) after configuration

Check trunk's reglstration status (yes| no) with sh sip-ua register status’

To see register messages, use “debug ccsip alf’ (not just debug cssip messages)

FLL Number format
Inbound: International 00423
Outbound: National 339 1234

| For both, catied and calling number

FLL convip gateway
Trige U

-

FL1 SIP-Angaben siehe

- FL1 Kundendatenblatt
- VoIP - Technische Anforderungen
an die Kunden-Infrastruktur

.
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